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EHFREEURTLIZERNFERIT , BTRET. ERBRTYFE, F6ELY
O EMTERAENARE  EARBANDRUBERTANETLALHNER. %
mAEREEE., BERNENENRIETZTLNETRR , EBHEHLRE DA RIER

#HFiEZ 4 EAKiOS, Android, Windows, Mac OS flLinuxiRZMEFT & HRE M , T
BEFN., R, ERREZEESAWIF/IARESHITZERE , tTUEINKEZEE
A58 TERRIE,

WHBFHAEENARNREEREEBHNTRAALPARTENINGENRMME , {HK
FREMESR T 2 AMEANEIRRESIEHNER,

FERR

o 26 EEBEMANEIE 12BERNMMAN. 2RI AFEWMAN, IWKFLAEFRMA (S/PDIF, USB
B, USBEM® ) .

o 12ELKIRIT, 8BUSHILIBE., 1 BIYKF XML, SBIKFHFTME (S/PDIF+
AES/EBU, USBEF. USB%& ),

e IEERMANBEEEMYMN+48VERREMAER , HEI AR EEZEF,

e TEMNBEAEBMIMNEY. PEQ, E4ZE. BESF[LE,

e IEMUBEABMYNSY). PEQ. EHBAE,

o THHBEAEEMIYMIBGEQRE , IXFREBARNKIEZ BIE TR,

o FREM AN HBEEER T LLH BHLINKR ZEERS,

o EBDCARAETEIEE

s TEBENRSAUEENENRRAEE,

e NEMBMIYMNTLIHAENRE , BV AELL, SMHYURERTIE,

o NBUSBME  XEFINNIAERI RERIDEE,

e NEUSBEF , XIFEPCEENINFZIZ RIBMINEE.

o AN UEENBZTRERBRINEMRBR ST RERE,

e IEMANMEBENXBHEIENBEHE,

o IRTRBENAFGETFRRBANGE  MEHSYTEIUEHTSANSE,

e EEAFBENEBRI NG , BEEP XN AR ER B3I EENE XK.

e 107 &EEM1920* 1080 BRMER , IFZIMERE,

e INSHREMIOOMM B F 4N B EERE,

o NEETHTMLS HRMweb BRKZEE , BFWI-FIiRQ , BYAXEER, ®=, Windows
EEMBHRNIGR , XRFSHREY. £WERE,
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26 BER N 128 ER 4R FE 288V

2RI R REREE

AABE & SEBF UMK MR =R MR XA EIE - Hall, Room, Plate, Church,
. 12BEH Y - THELR  6BBUSH I - KT Delay. Chorus. Flanger
AEE H /LR B HL/R B {EThreshold : -80~0dB
FEEO RBUSBE + FHRange : -80~0dB
NPUE FF 76 "] BR B3 atAlAttack: 1ms~120ms
DN E FEEIGE-20~+70 ; LY H-20~+70 B et ERelease: 10ms~4000ms
FHE/ALBE A  5kQ RIF8fEHold: 1ms~2000ms
I PNIE R -
#2000 B {EThreshold : -60~0dB
571 % 1 R 20Hz~20kHz:+/-0.5 FE 48 tbRatio: 1:1~1000:1
HiERAEMESETHD+N | -20dBFS @ 1kHz : <0.01% B 3 it B Attack: 1ms~120ms
- IR FEBF (20/20kH#E ) : - 85dBu EgREE At EIRelease: 10ms~4000ms
= B EF (At ) : - 88dBu R¥FatEHold: 1ms~2000ms
HABE -107dB Mz 1 ZEMakeup Gain: -20dB~+20dB
ERd FEERREE (+4dBulk) : - 96dB B[R
Wz BEEMRE (+4dBu1k) : <0.1° AR S BB B
e300 -122dBu EANRERIAR: 20Hz~20kHz
iR <3ms EiEHEEE | Q0.05~15
Py = 48K #3%: -20dB~+20dB
USB RABER : 500mA KATA#% : PEQ, HPF , LPF, HSF, LSF
B BIR +48V, MR FIEE HPF:20Hz~20kHz
Th¥E (B8EI{H ) : <65W BERRE LPH: 20Hz~20kHz
B8R BEEE : 100~240VACE 3 BB S B8 | 31RGEQ, 20Hz~20kHz , £15dB
RFIRE : 47~63Hz NIRRT RA
— ; BEmA
EIT&N BESEE : -20°C~55°C NEBMRBERA
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¥R EA

1. A AEO
AT EEEFERPEHEMNLBAANES. XLREOAXREEZER , 6.35mmTRS Eif#Z
OFXREETHLEES. XEEOHTURESHRH48V IEBR. LBAFEEE12MNEEH
ANEO,
2.6.35mm TRS @A O
ATEETEELLERNGES. LAZTEHAAEM6.35mmTRSAAED , Hh B34
NEFEE (Mono ) BEMANEOMBAX LK ( Stereo ) B AEO,
3. BUS B&XLRE HiEO
BUS1ZBUSGR&MF@EmbED , BOXAXLRED, LAZEAMEIBUSH HiE
0o
4. MASTEREZXLRE L EO
FHEMASTERL/RESWEEHEED , O XAXLRAD,
5. AES/EBU XLRig 1O
AT HAES/EBUBIFEESHIXLREO,
6. SPDIF[Eshm /4 30O
ATF@mAN., WmESPDIFFEMES , LMAISPDIFESHAED , TMUASPDIFES
mbEO,
7. USB Host =&
ATFERMBUSBE FSPCERE , AT LASPCEI XN [ I 47 F 50 1% i

8. RJ-45 RI4ZiEN

ATFEA-REZEZI BRI , HEIZNOXNA>=RiTEENRE,
9. BiREO

AT4HREEME, X BREBRE , BAWIAEOLTNBERFXELKMA,
10. X&i%0O

RTREBREZEEBWIFI R&, ERRERLZNEBERT , BEEREEZBEIWIFIRRES
HATIZEE
11. 5040

MARFEWIT (Monitor ) s HiED,
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R (E TE #R i5¢ BB

1. Emt8=3heEH

ATREFAREDWAEANIESE (WEQHEE, IASH, BELAESHES ), AF
ANLERSHBAESHYTEEPEEL T HE[RAFT.
2. ﬁx_éﬁﬁ?a ShEtH

EBEEARTHEHSPITUEERAEBENEZNENSE , HESRBHENRBIIRAE
BRNSH, EEEFRBIEPTURERATEQ S,
3. BEBEERT

ATREENHEE REERMNEFLRS, SZTRENBANBFE >-40dBFS , HETR
AR ANEF >-20dBFS , HA T = aT M N EF>0dBFS,
4. BiEiH

SEL ( Select)) A THREZRMAFNNBEH # N ZBENBERBENE ; SOLO 1%
HATELNRTEEREWZRAXNNEE (X : FIENAABE T —E2FEHASOLO 124
FIEMNHEEET L —EFEMASOLOKMA , ERmANEBESHEBELEARNERASOLORH ) ;
MUTERA A TR ZIRAX NBEFRH,



5. BESHIRERTIEH

ATEBRERBAEAREATEASH. TR NEBENBERERT , KB LETS
B8 @B FEGain, EQ YK Low Cut, BEEI|IR{EGate, BEEEFREComp,

6. RE

ATHEERZANSMHIFERSHEIMRENASENSHHTRE, AGREFZE
‘BEEAREETEANSR.

7. RERHE

AFHANUENZERER (PLAY/REC) RE , A UEE XHRA AN EREBEUVE
AEN
8. URHEO

ATER. XENREEH. BEETUNRBRUERNTNZFR ( XFmp3. wavigxX ) |,
A RBuEABHNEFRXEHEFR BT E RS,

I BAUBTHFEREEHERENER , REBERTEEXHBLETEZTRER
HWEMIERAN ; XETER , FRAXREXHCRZTEREEBERRUE | B2 XHHRR,
9. FEERE

REAMNLEZTHESFN  BEENE, IAXLERERE., HABERLZKERA., 7
FRERE, TABEEHFAE. TAXRB[BEERTD , THEHBEFRTUNRAIIGERNE
BREEVTEE R FFBESOLO WBE.,

10. B FEE

ZBEERNEHEAVUR , HEFERTZHETERTREEH. YEBEREAH
SOLO heeRt , BFREENEWHLBEF R,

11. EEFEOSKInEE S S0t

ATFENKER, EMenuREKIMonitorTT E T A LAE o Soloft BY W5 U & & A & B & 51/
BT,

12. Btz

AT EaEFESHNE. NEZET25HACH1~8 E, CHI~16 &, Stereo M &7/
Digital i F/IFXM RBTBER. BLHmERE.

13.F

HF FaderATRHZBENREE,
14. FERARE

ATHIMHENBEERE. EEBENBERBEREMNChannel TEK , ALRERE
ENEFEFwmAMuUte Group, FTBIEFXBEH AT AR A1/2/38 S mEH ZHER1/2/38F R
BE L FXBEERITNFXBERYE , M F1/2/38 5 RA T, YKERBZ1/2/3RFM— MR
BRI , TR HRAITESNMNBEENHFETRES A EEZE ZREAREDR,
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XA R

X E R
FBAUNEARF@RNALHEHBRER , BSR4,

BEARFEE . (UBHR)

1.8 ARBXH (ERBN.upk) BULEUSWRERT ;

2. BE BRI ;

. RBUAEEIBEEAMUSB O ;

4. fEMenu-Global R E T # #iCheck Update ;

5. B EREBEIERRETUERENTEFNHREERBEAGEE , REEEARNERE
BXH , H#EiA



6. KAZERI 0%, AEARENBIAEHRTE,
AR 1L EFNZSRFINFEIR ;
2. EFHIERGBERAFHRBIVES , U LEHRREHREE XK.
wELI&E
BEARM MRINMERE, —HREEEMEEENRESH , 5 —MRBERHME
RF#E. s2mERH ®RE,

1. ERMEBERE

£ E AHMenu-Global RHE# HSetting Reset, IR RBAZAMEBENRE , 8
FrEmANRE, BLEBEMMRREE,

2. mEWH ®KE

£i8E A MMenu-Global R # HiFactory Reset , AN AZT AR THRNMEL RE,
BREMENEERE. MERE, MRSBRESE. APXH. AREBR%,
AR BYREETEENKZREMEMPY K EMREBFETAMEHENERDA,
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HIFigE

AFEFREETRTULNERERRSE, ASANEBNWNELYAIBESRIELSEKR LN
MONITORPHONES EHlISWHOMER EAWMONITOROUTPUTH ERKITEOD |, &
DB XLEFEORSERTRELNES.

ZAUBETAEAERLNSOLO RBEHENBEMN KL S |, Xt , HiREG LW
NERLEBERCTNETHBLBETER , BFERTHFNCLEARRESTRNLAE , RT-IUEHR
BE/SHASOLO MIrIhgE, BT LAFEMENU-MONITORR EIESOLO K @& # F &l
(PFL) /#EFJ5 (AFL) M1 , Channel SoloXt R i N\ &3& , BUS Solo Xt R #i H @&,

FRE /% N\&E ( MIC/LINE/SPDIF/AESEBU/STEREO/PLAY % ) aJ Ll —i#2 F SOLO
ThEEMM AN T &4 |, FrERH HEE (BUS/MASTER ) th AT L —#2 /5 ASOLO ThaEmMA %
WL, ERMABESHEBEFRTU—EMNETRL,

LR EEE S HASOLO EeRt |, A LAFEMENU-Monitor TT [ ik 2 & % 45 W 7 & 48 1Y BR
NEE,
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HAFwhEEes

AERRBFTHEBEETLERTRNKERES.
&7 LAFEMENU-Digital TN E #¥BUS7&8 IMASTER BENESHERNRES KX R IE
ERFMEBERRSEE (AES/EBU, USBEF, UBETE ).
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WA E

AEmRAETKFBEBRS  TUBLEAST S RMEERNBERER, A= mE BRIA
TBEWE,

HEREBRERD , B LAEMenu-Passwrd I H 8 §Set PasswordiZl, ZmBiRE K Ih
TR EZEERATH  ANLHEBERTHINR T ERESEA. EEBRIAE
BRI | B LLEMenu-Passwrd 7T H £ #iDelete Password/Modify 2% , AR ZB 5
Bl AT AT IR 4,
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pog £ % 3%

BUUERABRIRETIATENWIFIRTERE ST NEI AT ENLANNOEZAN
SEZIER , NUANBFFENZRER. EETHE , E%3) im0 R w528 5 H A
F APt | B AIE M TT Lk hn 8 M B4 B B A

*WIiFIiT&EER N
EEEFRBTENWIFIRR , BRIABHRAWIFIMixer EBZinH X REBPRAN BT AW
TPt |, BRIAME4E“192.168.2.17,

*LANBELEERR

ITH M MEIRE , REBWLANMX7192.168.1.1" , RELANH M 7 “255.
255.255.0%

EERPNEEPMNRBZTAENEL P |, BRiAbi7192.168.1.1147,

EMenu-NetworkTlH , B LA E#HEF LI NKZRERS., LRECONFIGERHE AT UE
HiEE , RfResetiZH L NKZREME N NBRE,
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HANEINEHCONFIG MEF , B AELLIERE (Wireless ) . BLEE (Wired)
ANTFRHEIANREFATELXTLELEMNBEEZRE  RETK G HSave R AIRF,

T EHE (Wireless)

EXLEETH , EUTNEERZTAWIFINEBZFR (SSID ) MMLKERIG ( Security )
HETUAZFZFAENEE (Channel ),

WE & WIFI tnZ 5 X BNone/WPA2 B NET, Hik#ENone i , AR LHB , TEE
EEE, HERWPA2E , FEERMARENFAZTEWIFI B8,
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AFEREMT2.412GHZE2.462GHZN AN T L EEHREER |, BRETRNEERT |
Wi-Fi &SR iEE R A% B S MEE , SN (ETSI) K13, 4t%E (FCC) A1, $=
FERGAARBIEREWI-FiBE, ATEARSANATNEENER R EEESER , W
RYBEANGEEEERST  BoSH AT ESEHER , et , BEWERFEEAHMEE,

BLIEE (Wired)

EELEENH , UL ERESMWEZ S XDHCP/Manual , LR BLMEZIEENIP
k., FRERB (Netmask ) MMk ( Gateawy ) -

LIBERTAIP 28 (DHCP) B ﬂﬁAAEﬁ“mm FRBEBMMx, wNREI%
BF#IP 2B (Manual) , WEEBTEEXEFR., EERNENNEERER THRFAP
pall [

18



=45

HERETEEN , AECERIRLEARANELBHRANR , ERAANBEBREATE
BEM, BHAXREFESE4, ROEEH-KFRE,

BERE



XEREASAEAEANNBEELELRTH , CERTENBENERES , NEETHRAER
R, MicBEIREBEFx, RMEF>x, EQrLk., BF5EEk., ERIJFML., BEX
 BERANBETR, BEID, MASTERBLAETF KR, #ZHRA. PANE., EFRREE.

MENU E8iZERM

BTMENURHGE , BEH#ANXERENH., ZREEHRE TGlobal, Monitor, Digital,
Password, Network TR HE , £ UEXENH FTEHFREERAZT S, ARUETRE.
ERrmdR, REASAEBURBEMKZEZRE,

BUBBAAZAE , B5iCHECKUPDATE TR MU BHhHARIH., AZTELH T
FERIER , LN ATERAREHTEASERZEAR.

SETTINGRESET JLEBREBFARFMESH,

FACTORYRESET ALK AZTAEENLH BE., (X 2EEBENKZREMNFRAF
BN , EEAL REFGBELAZO X4, )
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METERMEERFMH

YR TMETER 24l , BB HENEERAE., ZRAEEME R TIN1T-8, IN9-16, STIN,
BUS1-8 UEEEMWMNEF , AMERT BLEMASTERWEFE, H—NMEBEHRERST (D
BRAMUTEZIhEE )i , BERTANLAT S RIE,

PRESET fiiz/tRIERHE

21



BT PRESET 28 , BB H ANTMR/MRBAET. XNMNAHERTRAZTEMENMIRRE,
EFEEMINE HIZ FLoad AIMAIZMIR ; $HSave RBANBEFAZT A HTMNIRE ; EF
EM TR H 1R FDelete A ZTMIRMIER ; ERAU ZHIERT , ATLLEAExport IREH
Import BB IR XHSAMSHU &,

ZET Import BBERBHFANU ZEHETIRYIR , BT UIR TLoadZBEZEB N AU HERMIE
FRAES , T UE Fimport BB XHESANTFZTAEUBEUEEA,
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COPY BEEHIRE

BT COPY##E A6 SRHANBEEFHRE. ETUKREMIIRNBEBEREEFNE AN
R B,

FEBEMFIRWEE , ARG HINEBEI KGN EE , EFEKICopy
Options —EZRIREHFEHNSHELEHCOPY REA AN EFIEE,
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EFXHRRRERME

BTEFXZYR  EREANBRGFRETHEH.

KRTERESET BT UK I N RRB[NSUMEN BT EHNHEEE ; REGEFFECT 4™
UEANYRB[ERERE , EANTUERLBAZT S REN7 HARBNRRFZF AL (B
NONE &% )

AERPERAINRREE , AU ERRBEENANFRNBELEREMEENRR
B, HARAEVNRESH. AZREENEANRSRESMEMReverb, ERDelay, ME
Chorus &%,

EEBABASENELEBEMANE , FUNEXEEELXEZHENHARBFBEE , K
RRBELBNARENESEERL., BUUNFX BENRBERE , £Sendto — T ik
BREURB[BEBENESTSRAEMLERTL,

BIMZ% (HALL., ROOM, PLATE. CHURCH)

BRMRFZFE—NHAZAPFTENERRRE, BNITEFES T , BEEXN, ¥
RAREM KL, BRI FEEAERH XTI D0 B AE D
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AEREBEIMBEMBRE , 23 RHALLKTBIM, ROOMERNEN, PLATEMAREM,
CHURCH# EEM,

RITEIE : BEEFREANZTEAR , HEMRBFEEHRE  EANEABEEERREN,

EEGEN : T RNZSEHRBREENEN , L APERMEBTEHNER.

MR - RALW , ESHERTHE , FREABRKNZTHEE,

HERB : SKTREEXL , ERSMRABBME.

A= BRI L NEWReverbS B 2

PREDELAY : FifErt ( 2% ) , NRHBF KX L EERME & & 6 69 6 8 £ .

TIME : BigatiE ( Z® ) , RMEBREAEHEE ., Rt E 2 S [ ERNITELE
PR, KRB R 5T (8§98 W A ) bb /N BUIR 35 &S (8] B K

HF : S§fEE , B RESMIERE , Ba AL E NS RHEM,

BASS : REHEH , ARMESHAMESEHTEEREWE L FIHNZM, BE&AT U
FERAXNSEHRS B2 BRI &= 0 K5 E 5 M,

LPF : REEKBME, RENMBRESLEMNSHMEY , mFEEXHNEE ; REAM
REBSFEERBIENM,

HPF : SBIERSEME, HIRMEM , MO EBE EMTRENEL,

2. #E/tDelay

ENREFEE—XRLIGRENBEANBEHEHES, SWMEEEEmMA (K15 ) i, LT
STREFE, IHESBEBENEETR—RIEE , S/MMULL-REB— K , MNFRIER
MR,

K= RIF L N R DelayS B i & -

PREDELAY : FiiEr ( ZE® ) , WRHBFEXEEERMAE K & &) 89 6 8 B .

TIME : RHEEKE , LEW N EA,

FEEDBACK : HIEERHIHES RIRBERAMAREHFHLERESHN AR, XEM~ET
—RIEREE , BRABHURA , EEWTTFR AL, REYS , EEAHHES , RERK ,
BEERBHMEL, TR, REIENBELFEEERK. TREFRIAR,

LPF : REIEKE. BI RV ZEERREBINEBLAERRBOESMEE , 8 TIZENM
R 1 IS IR/ BR o

HPF : S BIRKESEME, HEMEM , Ao BEFMNREENF A,
3.#1FChorus

EREANRESESLEEEREX , EP—IMNFEEWE , M3 —MSHE S N BEAE =
SEERRTL O ONTMFEEFEE, FHENFEZ, CSREATEESH , H B NFMHNRER,
SEREAUNATEEAEEH.

AERIFBML T A BChorusS Bt %

DETUNE : REBERKRESHNESE,

25



DENSITY : HEESERRNEBE. cEFZEMS , ERNEENBEE,

LPF : IR K. BI AT ZEELERBNEBLMBREALDSMEE , S TZENM
3R & WS IR/ BR

HPF: S BB K eEM=E, BIREM , O BE FNREZNEFL,
4 BEIR/RIAFlanger

BUMRFEIAEERFNEZR, FEETLTERMAERER , LFEEMER,
BINERNEEREREABURS[IEN—IMRBEE K BIEMREESNTHELDN
RBRESFERREENRR , NATELINENRE,

AE@mF B THRRARDFlangerS HAHFE -

SPEED : ERFIZEE., FEATHAERRINETNTLEE,

DEPTH: ER&IRE. FEATRAEELNEZTNELTEE,

DELAY : #&rt, AT REXRREFESRFENERNE,

PHASE : ATRERBRFSEFWENE,

FEED: RIiE. ZEBABEILMREAE,

DIRECT: EXF, ATRAEBMRFHEEIFNFEN KD,
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RNERE

BTALAREC/PLAY il , BRHEANZHERE. @AV EN , REEMNIIRKEE
RUBRFRIXH (mp3, waviER ) o EHINRNHGATEREZTR, BETHBRBAIRR ,
B RIESHIEANST INEPLAY BE.

AHRE-—NZATNRTERE  AEEUURBEENES ZhIway XGEHEANU ZH,

F oBIUBRERERE  BRIAFHETEEHEREUE | #2XHRA,
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I

my
1)
L
o

IN1-8 EE2E8 INMIC/LINE IN L5 N @&,

IN9-16 EE &4 NMIC/LINE IN # il N EE M4 NLINE IN L N @&,
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STIN EE82 Tf\ HERUBAEE,. 1MPLAY U ZERBEE. 1/ SPDIF i ABE
1MNUSBEFRABE., 2/ FX R RB[EE

BUS1-8 EB &8 MNBUS 4% . FIBBUS B4 & AT LLE BN £ BEAUX i H HELINK
NUEFHSUB Bight,. HHPBUS1-6BLHAEBCHYERMLEH, BUST7-8 4 EIA
N—XNMLAFESUBE L , ABMIANAES/EBUBFBER L.
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DCA%IhEE : DCA:ZE = XL TBUS/DCARE , B H ANDACI-4BEMIRETE , BT
HREDCABEMIERIRE K TUXNSADCAREZFNEEMARNAEHBEHRITHRAEE |
HEZZDCABENSE—BE  FRAFPFNEBEEREAELE,

MASTER B4 AFEBEEREINAE ( £/ ) mHEE,
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MASTERBERTHEBCHEQ hEES , EHBMIMN31 RGEQ BRI E R IhEE

KRTEGEQ ®RBHNZIIEREM L,

BFEONAE AR RS , L EPRESETH#EMSANB RYEHRMIR , RERESETH
EERTHIERRE,

AJUBSRFNEMEFRERAATERNRRSH T UNBIRTER RIER L
M20Hz~100Hz, 125Hz~630Hz, 800Hz~4kHz, 5kHz~20kHz UM RRIZE , B iZMFE
BNSHRHEIYEET L AEIVEEFNEESBENERREANRRIETET,

31



DSPIj&E
HEERTRELNBERR TRENSEL ZHE , SEEANZBENBERERH, ZRX
HTEETEBESEANREIIEMDSPIIEE,

Channel W@

Channel WHE &Input £, Main £ fSendto £,

Input ERN AT AT /XA BEN R B/ RBB/LEEFX, REFXEEEEFESHUR
#180° ; ARMBIF X AIMic BEMME , TILNLEFTENBRTEFHRHEBR ; YEFFxX
(LINK) ATECE BN E/MBBELRHEN — N L KEEE,

Main R EERB& A ERMLR, BFHKEMute Group B MPanfE%, B A ERAS
SRR TZBEBAMASTER BEXREES ; EMute Group IR TN ZEHE R B 1ZEBE
WAMRNBERYE  Pan EXTRBETEENEZEEHH.

Sendto EERTZEELAMEBEREXTZLENES  BTERRKEEFITRBET R
HKE O BFLEFHNREERAEGSREEMAEZEFIERERNREETFF. BREELEN
BER—NHAENIAFEREE K NWERREEFLESFSEHIA-—IMNRBPan SR , ATAEAE
ERTREESNNBELARFNLHHE.,

32



Gate 1 H

BETIHERTZBEENREISH. RFEINREADERBERL TR (BY
Threshold ) 2“XF” ( Threshold AR ) R, HITXAN , FSEHFLEBERBT LM,
MMBRATUATFREREZTR (KF[BAF ) FTHENEGRRENFRES,

n: BETIFX.

RESET : EE N HIAE,

PRESETS : AR AT IREERLE , RF/MBRE TR,

THRESHOLD : HTTRFEHNEE. &R UEZZHSERE LB T K,

RANGE : AERFHE, ZZHAEHERMNESWERE.

ATTACK : HEBRFTRS, ZZHRBRF I MEH R N H X ENRANGES HIR

ENRABENRE,

HOLD : AZES 1 ERRIFEL

RELEASE : HERFIBRHEE., XRYESEFRESISTREKENBES

IR E 2R =R B FHERE,
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EQIE
EQREERTEENIERSH. HERBERBEFRNETHESHEE,

AMABENEQUEYERNKBRSHIGRNSERKE (HPF ) A

MHBEMEQAENGER MK RS HIItE. SEIRKSE (HPF) MEEIRKE
(LPF ) 4B,
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On : 191&83F X,

RESET : EENEIAE ( BNYE=s "AF"  MERQEBEEZEENIRIAE) .

PRESETS : BHnETIREEBHIE , (RE/INEIHEIFTL.

L/LM/HM/HISEESSREREK - @SRRI R #Esh B, "Bk | EshzBEFTEX
=H, L/ METERE. £/ARERE. RE TENL/LM/HM/HE B3R LAFF IS a5 B8
IZE9%EINeE. FEZRETENERER 7 IRIEANIYERE |, RERATLUZERYE
EEREEAMRBAYERE | aIEERREEERE. B, 32, K. PEQELMEE
yeih

HPFEK : BBIEIRES=HIIaTEsIE R "Bk | EshzBERcERES |, £/aRATEL
LPFEK : (RBIEKESIEFIRATHERIER "Bk . feshizBFnEkEd. £/aATHE L

SERIE SR | BRI GRS MNREREELON TS , BREE=
ANhEtH. — N E LTSRS ESRSRE RN — A LR SRR R AR E.

FERIEHZEQE | QEZAKIRENGHINELIEASITFEENSH. QMR , T,

EMRIeHRMERE | ZERTZERIIEHHHOMRE,

AMRIEtHREGaInE @ ZERTATEAIIESRMRNERERBE. £ AN RERR
BRI RIE RIS ERRRE,
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CompressorR H

ERBNEESRTRENERSESH. EHAELRREIRERENES BF,

ON : BFE[TFF X,

RESET : EE N HIAE,

PRESETS : A #R/ETRIR EEH HIE , R1F/MHERSFAIZ,

THRESHOLD : AT ERBHHRE. B UEHHSEE LB T K,

RATIO : AEESHLL. ZEHRAEESESREGEABRLBEEERS D,

ATTACK : HEERBFHRDS, ZZHRERFJIELERNAXENRATIOSHIREN R
ENEE,

HOLD : V% & PR 88 E 48 R #F A Al

RELEASE : AEERBEMRNE, XREESEETRIARTREKFEN ERRRE
R ER B ENEE,
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MUTE #E55maRA

FNBEHE T EAEEMUTE B4 , ZRHEBENNBEER S,

BNEBREEEERERE-Channel TA-Main E THEANBMNBSHRA, YAZFEE
THHIRAZRARRN  RANHNBEMSEBRE.

FXEBRITHFX A8 ERE , O T EBREANEMBESTRA,

HERETHE-MSEIHRARE (1. 253 %4 ), AEESBUNNBITRESR
BEZRAXNNNBESTREA T, flwn . HEEEEd4, 5. 8 BEN , KRB FZRA2 =M , W4,
5, SBEMoBEERANBRERAE2 F,
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Thank you very much for purchasing our products!

Before installing and officially using this product,
please read this manual thoroughly to fully understand
this device and be proficient in how to use it properly.
After you have read this manual, please keep itina
safe place for future reference.

Based on the product strategy of continuous
development, some newly added or modified functions
about this device may not be included in this manual,
please pay attention to relevant supplementary
instructions.

For other information about this product, please
call your service provider.

Safety Matters

Please read these concise rules. Violating ® Graphic symbol description
these rules may cause dangers. More detailed

information on safety matters is provided in The lightning graphic
with an arrow in an

equilateral triangle is

intended to remind the

user of the presence of
uninsulated "dangerous voltages" in the case,
which may be sufficient to pose a risk of
electric shock to persons.

this manual. Please check it carefully.

The graph with
exclamation mark in
equilateral triangle
means there are
important operation
shock, do not remove the cover by and maintenance
instructions in the machine accessories,
please refer to the operating manual.

Note: There are no user-available spare parts
inside the machine! To prevent electric

yourself! It should be repaired by a
professional if necessary!

Warning: To prevent the risk of fire or electric
shock, do not expose this machine to

rain or moisture!
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Attention!

A Warning!

In order to avoid possible personal injury due to electric shock, short circuit,damage, fire or other
dangers, be sure to observe the following basic precautions.These precautions include but are not

limited to the following cases:

Important Safety Matters

* Read these instructions and keep them,
and follow all instructions.

* Pay attention to all warnings on the
device or in the manual.

Power /Power Line

* Use only the voltage specified by this
device. The required voltage is printed
near the power connector of this device.

* Turn off the power switch of the device
before plugging or unplugging the
power connector.

* Do not place the power cord near heat
sources, do not bend or damage the
power cord excessively, do not put
heavy objects on the power cord, and do
not place it in a place where it may be
stepped on or crushed.

Do Not Open

» There are no user-available spare parts
inside the device. Do not disassemble or
modify it in any way.

* In case of special abnormal conditions,
it must be overhauled by a professional
approved by the manufacturer.

Warning about Humidity

* Do not use the device in a humid
environment. Do not place containers
filled with liquids near the device to
prevent liquid from splashing in.

* Clean only with a dry cloth.

* Never plug or unplug the power plug
with wet hands.

To avoid possible personal injury, equipment, or property damage to you or othersaround you, be
sure to observe the following basic precautions. These precautions include but are not limited to

the following:

Device Connection

* Be sure to connect to a properly
grounded power source.

* When connecting this device to other
external devices, use a connection cable
approved by the manufacturer.

* Be sure to disconnect all connecting
cables before moving the device.

Operation / Placement

* Do not use the device with the
protective case open.

* Before operating this device, you can
prevent static electricity by discharging
electricity.

* Install the device in a well-ventilatedplace.

* Do not place the device in a humid placeor
expose it to rain.

* Do not place beverages, food, and firesources
on the device to prevent liquid, solid residues
and open flames from damaging it.

Other Matters

* Do not use the headphones at high
volume for a long time, otherwise it may cause
hearing damage.

* Avoid using excessive force when operating
buttons, knobs, and other parts of this device.

* To avoid possible noise, do not use mobile
phones nearby.
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Introduction

This digital mixer is designed with professional live performance as the standard. It is used for
sound amplification in ballrooms, music halls, stage performances, live audio program recording
and other application environments, with powerful featuresto meet the needs of the most
demanding professionals. This product is flexible, portable and easy to operate, which ensures
professional mixing effects and can help less experienced users to quickly obtain high-quality
effects.

This digital mixer has cross-platform compatibility with iOS, Android, Windows, Mac OS and
Linux devices. It can be remotely controlled by mobile phone, tablet, or computer connected with
the WIFI/ hotspot signal of the mixer, and can also be remotely controlled by connecting the mix
to the computer with network cable.

The user right management system of this digital mixer can open different

function rights and presets to different users, which can avoid accidents caused by

misuse when used by multiple people.

Main features

» 26-channel input includes: 12 microphone inputs, 2 stereo inputs, 3 digital stereo inputs (S /
PDIF, USB sound card, USB playing).

* 12-circuit bus designs, 8-circuit BUS output channels, 1-circuit stereo main output, 3-circuit
stereo digital outputs (S/ PDIF + AES / EBU, USB sound card, USB recording).

* All microphone input channels have independent + 48V power supply and high-quality
voice amplifier, and realize operation control through software.

* All input channels have independent low-cut, PEQ, compressor, noise reducer processing.

* All output channels have independent high and low cut, PEQ, compressor processing.

* The main output channel has independent 31-segment GEQ processing, which can support
to send to the electric fader control in mirror mode.

* All input and output channels can be freely linked to stereo state.

* The names and colors of all channel labels can be customized.

* There are two built-in independent professional stereo effectors, with independent sending
bus and multiple effect types to select.

* There is a built-in U disk player, which supports real-time stereo recording and play
function.

* There is built-in USB sound card, which supports real-time recording and play function
connected with PC.

* There are 3 programmable mute group buttons and 1 total effect mute group button.

* All input and output channels can support any free copy.

* [t supports an unlimited number of user scene storage and invoking functions, and all
scenes can be imported and exported via U disk.

* [t has user-defined password protection function, which is effective for both local operation
and mobile access.

* The 10-inch high-definition 1920 * 1080 capacitive touch screen supports multi-point touch
operation.

* [t has 9 high-precision 100MM electric faders and 4 page turning management buttons.

* The built-in web server based on HTMLS5 technology has built-in Wi-Fi hotspot, and the
cross-platform supports access from various mobile terminals such as IOS, Android,
Windows, etc., and supports multi-screen interaction and full-featured operation.
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Technical indicators

Hardware Indicators

Functional Indicators

26 channel input:
12 channel microphone;

2 independent effector channels

Input channel 4 mono channel;2 stereo; Effector Effect types include: Hall, Room,
3 digital stereo Plate, Church, Delay, Chorus FI anger
12 channel output;
Main output L/R; 6 BUS
Output channel outputs; Threshold: -80~ 0dB
Monitor output /L/K;
Headphone output L/R
Dual-track USB sound card Threshold Range : -80~0dB
Recording interface Double-track U disk
. Attack : 1 ms~ 120 ms
recording storage
Microphone gain -2i:r+70; Release: 10ms ~4000 ms
Tnput gain Line gain -20~+20 Hold: 1 ms~2000 ms
Microphone/line input:
Input and outputimpedance 5KQ
Threshold: -60dB~+0dB
Output: 200Q
Frequency Response 20Hz~20kHz: +/-0.5 Ratio:1:1~1000:1
Total Harmonic Distortion
plus Noise -20dBFS @ 1kHz: <0. 01 Attack : 1 ms~120 ms
THD+N
Compressor
Noise level(20/20k
otsefeve (_ Release: 10 ms ~4000 ms
Noise band-pass): -85dBu
Noise level(A): -88 dBu Hold: 1 ms~2000 ms
Dynamic Range -107dB Makeup Gain: -20dB~+20dB
C 1k Isolation between Controllable soft turning point
rossta channels(+4dBu IK) : -96dB gp
Ph Diff Phase difference between 4-band parametric equalizer
ase Difference channels(+4dBu IK) : <0.1° P 1
. . Frequency per frequency band :
Equivalent Noise -122dB
a " Channel 20HZ~20kHz
equalizer
Delay <3ms Q:0.05~15
Sampling Frequency 48K Gain: -20dB~+20dB
T ,optional: PEQ, HPF, LPF, HSF,
USB Maximum current: 500mA ypes,optiona Q

LSF

Phantom Power

+48YV, Software control
management

Channel filte

HP'F: 20Hz~20kHz

LPH: 20Hz~20kHz

Power consumption

(typical value): <65W

Power Voltage Range: Ea‘;fa‘ﬁ;err 31 GEQ, 20Hz~20kHz> £15dB
100~240VAC 4
Auto-induction
AC Frequency: 47~63Hz
Temperature range: Three programmable mute group
Operating Condition Mute group

-20~55 °C

1 total effect mute group
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Hardware structure and installation

STRUCTURE AND DIMENSION
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INTERFACE DESCRIPTION

1. Combined input interface
Itis used to connect a microphone or balanced analog line input signal. The XLR interface is
used to connect a microphone, and the 6.35mm TRS in-line interface is used to connect balanced
line signals. These interfaces can provide + 48 Vphantom power. This mixer has 12 combined
input interfaces.

2.6.35mm TRS input interface
Itis used to connect balanced analog line input signal. This mixer has eight 6.35mm TRS inputs,
including four mono analog inputs and two pairs of stereo analog input interface.

3. BUS XLR outputinterface
The balanced output interface from BUS 1 to BUS 6 adopts XLR socket. This mixer has 6 BUS
output interfaces.

4. MASTER bus XLR outputinterface
The main output is a balanced output interface of the MASTER L/ R signal, and the interface
uses XLR socket.

5.AES/EBU XLR output interface
Itis used for the XLR interface for outputting AES / EBU digital signals.

6. SPDIF coaxial input/outputinterface
Itis used to input and output SPDIF digital audio signals. The upper side is the SPDIF signal
input interface and the lower side is the SPDIF signal output interface.

7. USB Host sound card interface
It is used to connect with a PC as an external USB sound card, and can realize two-way stereo
audio transmission with the PC.

8. RJ-45 network interface
It is used to directly connect this product to a computer or switch, and manage and operate this
product through the network access.

9. Power interface
Itis used to power the mixer. Note: Before plugging or unplugging the power supply, please
make sure that the power switch above the interface is turned off.

10. Antenna interface
Itis used for WIFI antenna of the mixer. Without installing the antenna, the mixer will not be
able to perform remote control via WIFI hotspot signals.

11. Monitoring output interface
The balanced output interface of stereo monitor
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OPERATION PANEL DESCRIPTION

1. Main encoder knob
Itis used to quickly adjust the selected corresponding function parameters (such as EQ gain,
dynamic parameters, channel-sent parameters, etc.). Most of the adjust able parameters of the
mixer can be adjusted through the main encoder knob when selected.

2. Channel encoder knob
In the channel overview page, the gain and phase parameters of the channel can be directly
adjusted, and the parameters managed can be switched by the encoder buttons.
The EQ parameters can be quickly adjusted in the channel editing page.

3. Channel level indicator
It is used to quickly and intuitively display the channel input level status. The input level is>
-40dBFS when the green light is on, the input level is>-20dBFS when the yellow light is on, and
the input level is> 0dBFS when the red light is on.

4. Channel button
The SEL (Select) button is used to select the channel corresponding to this button and enter the
channel edit page of the channel;
The SOLO button is used to monitor the corresponding channel of the button in the monitoring
channel (Note: all input channels can use the SOLO button together, and all output channels can
use the SOLO button together, but the input channel and output channel cannot use the SOLO
button at the same time);
The MUTE button is used to mute the corresponding channel of the button.
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5. Quick adjustment knob of the channel parameter
Itis used to quickly adjust common parameters in the channel editing interface.In the channel
editing interface of the input channel, the knobs adjust channel Gain, EQ low-cut filter Low Cut,
channel threshold value Gate, and channel pressure limit Comp from top to bottom.

6. Screen
It is used to monitor the various working states of the mixer and set the parameters of the mixer
through the touch screen. The basic operation method is introduced in detail in the chapter "Basic
Operation".

7. Record and Play button
Itis used to enter the recording and playing (PLAY / REC) interface of the USB flash drive, and
to browse and operate the contents of the USB flash drive through folders.

8. USB flash drive socket
Itis used for playing, recording, and software updates. The mixer can read the music inside the
USB flash drive (supports mp3, wav format), and can also read the update files inside the USB
flash drive and update the mixer system.
Note: Some USB flash drives may have states of slow reading / storing. After reading / storing,
the files will be displayed in the list on the left side of the recording and playing interface; after
recording, please confirm that the recorded files have been completely stored before plugging
and unplugging the USB flash drive to avoid file damage.

9. Mixer button
The functions of the buttons from top to bottom are: return to the main page, open the menu
setting interface, open the level meter overview interface, open the preset interface, open the
channel copy interface, and open the effector setting interface; the function of the button on the
lower side of the main output level meter is to clear all SOLO channels in the monitoring channel.

10. Main output level meter
This level meter is the main output VU meter, and its level indication is not controlled by the
output volume adjustment knob. When a channel has the SOLO function enabled, the level meter
will become a monitor bus level meter.

11. Headphone monitor interface and monitor channel volume knob
It is used for headphone monitoring. On the Monitor page of the Menu interface, the monitoring
channel without Solo and the channel front/ back monitoring can be selected.

12. Layer switch button
Itis used to switch the layer controlled by the current fader. From top to bottom: CHI1 ~ 8 layer,
CH9 ~ 16 layer, Stereo stereo / Digital digital / FX effector channel layer, and bus output layer.

13. Fader
The fader is used to control the sending volume of this channel.

14. Mute group button
It is used to mute the corresponding channel group. In the Channel page of the channel editing
interface of each channel, the mute group of each channel can be set. All non-FX channels can
be programmed into 1/2/3 mute groups and controlled by corresponding 1/2/3 mute buttons. The
FX channel has a dedicated FX mute button located under the 1/2/3 mute buttons.
When pressing and holding any one of the mute 1/2/3 buttons for more than 3 seconds, the mute
status of each channel in the current status can be memorized into the group button at one time.
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Software control

SOFTWARE UPDATE

You can contact the distributor of this product to obtain the latest software version.

Software upgrade method: (USB flash drive upgrade)

1. Copy the upgrade package file (extension: .upk) to the root directory of the USBflash drive;
2. Turn on the mixer;

3. Connect the USB flash drive to the USB port of the mixer;

4. Click Check Update in the Menu-Global interface;

5. The operation interface automatically searches and displays all updateable data
packages and version information in the USB flash drive, click on the data package
files that need to be upgraded and confirm;

6. Wait about 3 minutes, the mixer will restart and update is complete.

Note: 1. Do not cut the power during the update process;
2. Before updating, please back up all user data to a USB flash drive to prevent data loss
after the update.
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_________________________________________________________________________________________________________________________________________
FACTORY RESET

The mixer provides 2 levels of restoring settings. One is to restore the setting parameters of all
channels, and the other is to clear all user data and completely restore the factory settings.

Restore all channel settingsL:

Click Setting Reset on the menu-global interface of the mixer to restore the settings of all channels
of the mixer, including all input channels, bus channels and effector channels.

Factory Reset:

Click Factory Reset on the Menu-Global interface of the mixer to completely restore the factory
settings of the mixer, including all channel settings, network settings, preset parameters and scenes,
user files, user passwords, etc.

Note: The mobile connection may be interrupted due to the restoration of the network settings.
Just reset the mixer network and reconnect.
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-
Monitoring Settings

This product includes a professional monitor selection system. The built-in monitor bus of the
mixer sends signals to the MONITOR PHONES headphone monitor socket on the panel and the
MONITOR OUTPUT speaker monitor socket on the back panel. You can obtain the signal of the
monitor bus through these sockets.

You can add the corresponding channel to the monitor bus through the SOLO button on the mixer
panel. At this time, the main output level meter on the upper right side of the panel will become the
monitor bus level meter, and the CLEAR button below the level meter will change to red, indicating
that there are channels enabling SOLO monitoring. You can select SOLO’s pre-fader (PFL) / post-
fader (AFL) signals on the MENU-MONITOR page. Channel Solo corresponds to the input channel
and BUS Solo corresponds to the output channel.

All input channels (MIC/LINE / SPDIF /AESEBU /STEREO /PLAY, etc.) can be enabled with the
SOLO function to join the monitor bus, and all output

channels (BUS/MASTER) can also be enabled with the SOLO function to join the

monitor bus; however, the input channels and output channels cannot be added to join

the monitor bus together.

When there is no channel to enabling the SOLO function, you can select the

default channel sent to the monitor bus on the MENU-Monitor page.

49



Digital Output Channel Settings

The digital output channel of this product can choose different source signals.

You can send the signal of BUS7 & 8 or MASTER channel to the specified digital output channel
and recording channel (AES / EBU, USB sound card, USB flash drive recording) as the source
signal on the MENU-Digital page.
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Account Settings

This product has a built-in account password system, which can prevent playing accidents caused
by accidentally touching the mixer. This product has no password by default.

To set a password, you can click the Set Password button on the Menu-Password page. After the
password is set successfully, the mixer will jump to the password entering page. After entering the
correct password, click the OK button to use it normally. If you want to cancel or edit the password,
you can click the Delete Password / Modify button on the Menu-Password page and enter the
original password to operate.
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Network Connections

You can use the mobile terminal to connect through the WIFI of the mixer, or directly connect to
the computer with a network cable through the LAN port of the mixer to achieve remote control of
the mixer. After connecting, enter the mixer's [P address in the browser on the mobile terminal or
computer to load and use the control software on the web page.

* WiFi wireless connection method:
Choose tologin the WiFi hotspot of the mixer. The default name is "WIFI Mixer".
Enter the wireless IP address of the mixer in the mobile browser, the default address is
“192.168.2.1".

* LAN wired connection:
Open the computer's network settings, set the computer's LAN gateway as ""192.168.1.1"
and the LAN subnet mask as "255.255.255.0".
Enter the wired IP address of the mixer in the browser of computer. The default address is

"192.168.1.114"

On the Menu-Network page, you can easily view the current network settings status. Click the
CONFIG button to change the settings, and click the Reset button to reset the network settings to
the initial state.
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On the CONFIG page of the network, you can set the wireless / wired network connection of the
mixer on the Wireless and Wired sub-pages. After setting, click the Save button to save.

Wireless connection

On the wireless connection page, you can set the WIFI network name (SSID) and network password
(Security) of the mixer, and adjust the channel of the mixer.

There are two options for mixer WIFI encryption: None / WPA2. When selecting None, the hotspot
has no password and can be connected directly. When selecting WPA2, you need to enter the WIFI
password of the mixer.
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This product provides 11 wireless channels from 2.412GHz to 2.462GHz for your use. According

to different management domains, multiple channels can be selected in the Wi-Fi wireless spectrum
range, for example, Europe (ETSI) is 13 and North America (FCC) if 11. Third-party software

can help choose a Wi-Fi channel. Since the wireless network environment on the scene when using
the mixer may be very complicated, if the currently used channel is very crowded, it will cause
delays in the control of the mixer. At this time, it is recommended that you choose another channel.

Wired connection

On the wired connection page, you can set the mixer's connection method as DHCP / Manual, as
well as the IP address, netmask, and gateway of the wired network connection.

When you select Dynamic IP Assignment (DHCP), the mixer automatically assigns the IP, subnet
mask, and gateway. If you select Manual IP Assignment, you need to fill in these fields yourself.
Consult your network administrator to understand manual IP assignment.
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Login Interface

When you set a password, the mixer will first enter the password entering page after startup, and
you can use it normally after you enter the password correctly. For details on password settings,
refer to 4. Software Control-Account Settings.

Overview Interface

This is the channel overview page that the mixer first enters. It displays the overview information
of each channel. From top to bottom, it is channel gain, MIC channel phantom power switch,
reverse switch, EQ curve, noise gate curve, and compressor curve, channel send volume, channel
input level meter, channel ID, MASTER bus send switch, mute group, PAN value, fader attenuation
value, channel name.

The channel gain value and channel PAN value can be adjusted directly through the channel knob
on the overview interface. Press the channel knob to switch between the channel gain value and the
channel PAN value. MENU Setting
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MENU Setting Interface

After pressing the MENU button, you will enter the menu setting page. This page includes the Global,
Monitor, Digital, Password, and Network subpages, and you can update or reset the mixer, adjust monitoring
settings, adjust digital output sources, set mixer passwords, and adjust network connection settings on these
pages.

Insert the USB flash drive into the mixer and click CHECK UPDATE to check the upgrade files in the USB
flash drive. The mixer will pop up the upgrade list. At this time, you can choose an upgrade package to
upgrade the mixer system.

SETTING RESET can reset all mixer parameters.

FACTORY RESET can reset the mixer to factory settings. (Note: It will reset the network settings and clear
the preset files in the mixer. Please backup the files before resetting to the factory settings.)

METER Interface

When pressing the METER button, you will enter the meter interface. The left side of this interface displays
the input levels of the four-layer channels of IN1-8, IN9-16, ST IN, and BUS 1-8, and the right side displays
the level of the bus master.

When a channel is muted (i.e. the MUTE function is enabled), the red light below the level meter will be on.
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PRESET /Snapshot Interface

When pressing the PRESET button, you will enter the preset / snapshot interface. This interface displays all
the presets of the mixer. Select the preset on the left and press Load to apply the preset; click the Save button
to save the current settings of the mixer; select the preset on the left and press Delete to delete the preset;
when a USB flash drive is inserted, you can use the Export button and the Import button to import and export
preset files to the USB flash drive.
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After pressing the Import button, you will enter the list of USB flash drive storage presets. You can
press the Load button to directly apply the preset from the USB flash drive to the mixer, or you can
press the Import button to import the preset file to the mixer for later use.
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Channel Copy Interface

After pressing the COPY button, you will enter the channel copy interface. You can copy the
channel settings from the list on the left to the channels on the right.

First select the channel on the left list, and the right list will display the channel that can accept the
pasted channel. Set the copied parameters in the Copy Options column in the middle and click the
COPY button to successfully copy the channel.
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EFX Effector Setting Page

After pressing the EFX button, you will enter the effector settings page.

Click the RESET button to restore the parameters of each effector to their recommended values;
click the EFFECT button to enter the effector selection interface, and enter the 7 effector and
deactivation options (i.e., the NONE button) provided by the mixer.

This product has two effector channels. You can select the effector you need for the two channels
on the effector setting page and adjust the effector parameters. Common effector included in the
mixer includes various reverbs, delays, chorus, and so on.

If you want to add effects to some channels of the mixer, you can send these channels to the
corresponding effector channel, and the effector channel will send the signal with added effect to
the bus. You can see the editing interface of the FX channel, and choose to send the signal of the
effector channel to which bus under the Send to column.

1. Reverb (HALL, ROOM, PLATE, CHURCH)

Reverb is the complex effect of sound in an enclosed space. Reverb is affected by

spatial characteristics, including its size, shape, and interior wall materials. Reverb is an essential
natural part of the sound experience.
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This product contains 4 kinds of reverb effectors, namely HALL reverb, ROOM reverb, PLATE
reverb and CHURCH reverb.

HALL reverb usually brings a sense of huge space; its high frequency attenuation is very obvious,
and the attenuation time is usually the longest;

ROOM reverb brings more intuitive sense of space, making people feel the existence of space
clearly;

PLATE reverb is more gorgeous; its high frequency attenuation is not obvious, and it is not easy to
produce a sense of huge space;

CHURCH reverb is similar to HALL reverb, but the high frequency attenuation slows slightly.

The product provides the following reverb parameters for adjustment:

PREDELAY: Pre-delay (milliseconds), that is, the time period from the original sound is made to
before the reverb sounds.

TIME: Reverb time (milliseconds), that is, the time it takes for the attenuation of the tail of the
reverb. Reverb time is a spatial type of auditory indicator. The reverb time of a large reflection
space is longer than that of a small sound absorption space.

HF: High-frequency damping. By setting high-frequency damping, you can tune out a more natural
reverb.

BASS: Bass gain. Adding bass to the reverb signal helps thicken the audio that is attenuated by the
reverb algorithm. You can also use this parameter to make the low frequencies that are sometimes
obscured by reverb clearer.

LPF: Low-pass filter frequency. Higher frequency settings increase the high frequency response
and produce a brighter reverb; lower frequency settings produce a darker reverb.

HPF: High-pass filter frequency. It cuts low frequencies and reduces "rumbling" and unwanted
turbidity.

2. Delay

Delay is a short period of repetition after the sound first appears. When the output returns to the
input (feedback), the delay becomes an echo. This turns a single repetition into a series of
repetitions, and each is a bit weaker than the previous one, creating a delay effect.

This product opens the following Delay parameters for adjustment:

PREDELAY: Pre-delay (milliseconds), that is, the period from the original sound is made to
before the reverb sounds.

TIME: The duration of delay in milliseconds.

FEEDBACK: The delay output signal feeds back the delay input to control the number of delay
repeats. This creates a series of delay repetitions, and each slightly weakens until it becomes
inaudible. The higher the setting, the more repetitions; the lower the setting, the less repetitions.
Note that if the setting is too high, it will repeat playing and produce infinite loop.

LPF: Low-pass filter. By adjusting the cut-off frequency of the low shelf filter, it can reduce the
high frequency content, and frequencies higher than this value will be filtered / deleted.

HPF: High-pass filter frequency. It cuts low frequencies and reduces "rumbling" and unwanted
turbidity.
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3. Chorus

Chorus combines two or more signals, one of which is unaffected, while the pitch of the other
signal changes very slightly over time, resulting in rich and full sound. Chorus is often used to
thicken the soundtrack and increase the texture of the guitar. Chorus can also be used carefully to
thicken vocal tracks.

This product opens the following Chorus parameters for adjustment:

DETUNE: The pitch deviating from the original signal.

DENSITY: Adjust the density of the chorus effect. The higher the chorus density, the thicker and
richer the result.

LPF: Low-pass filter. By adjusting the cut-off frequency of the low shelf filter, it can reduce the
high frequency content, and frequencies higher than this value will be filtered / deleted.

HPF: High-pass filter frequency. It cuts low frequencies and reduces "rumbling" and

unwanted turbidity.

4. Ename / Flanger

The flanger effect adjusts the pitch of the delayed sound to make the sound shake up and down and
produce a noise, and make the sound more fluctuant. The general principle of the flanger effect is to
add a feedback loop to the chorus effector, and generate a comb filtering effect by superimposing
the original signal and the changing feedback signal, so as to achieve the subjective feeling of
flanger.

This product opens the following Enamel / Flanger Flange parameters for adjustment:

SPEED: It refers to the modulation speed. It is mainly used to adjust the changing speed of the
flanged vibrato.

DEPTH: It refers to the modulation depth. It is mainly used to adjust the changing range of flanged
vibrato.

DELAY: Delay. It is used to adjust the delay time between the effect sound and the original sound.
PHASE: Itis used to adjust the phase difference between the feedback sound and the original sound.
FEED: The amount of feedback. The larger the value, the more obvious the flanger effect.
DIRECT: Direct sound. It is used to adjust the volume of the direct sound in the effect sound.
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Record and Play Interface

Press the REC / PLAY interface in the upper right corner, you will enter the record and play
interface. When a USB flash drive is inserted, the list on the left side of the interface will display
the music files in the USB flash drive (mp3, wav format). Click the list file to select music, and then
click the Play button to play. The music signal will be sent to the PLAY channel of ST IN layer.

The first button from the right can be used for recording. The mixer can record the selected signal
as a wav file and store it in a USB flash drive.

Note: Some USB flash drives are slow in reading and writing. Please confirm the

storage before removing the USB flash drive to avoid file damage.

63



Mixer Channel

The IN1-8 layer contains 8 MIC / LINE IN analog input channels.

The IN9-16 layer contains 4 MIC / LINE IN analog input channels and 4 LINE IN analog input
channels.
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The ST IN layer contains 2 pairs of stereo analog input channels, a PLAY USB flash drive play
channel, 1 SPDIF input channel, 1 USB sound card input channel, and 2 FX effector channels.

The BUS1-8 layer contains 8 buses. All buses can be set as single-channel AUX output or linked as
stereo SUB channel output. BUS1-6 bus has its own physical output socket. The BUS7-8 bus
defaults to a pair of stereo SUB buses and defaults to AES / EBU math channel output.
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DCA Marshalling Function: Press the BUS/DCA button for the second time to enter the operation
page of DCA1-4 channel and press the selection button of corresponding DCA channel. Any input
or output channels controlled by each DCA channel can be organized and managed, and the unified
management of this DCA channel can be accepted, making the operation easier and more
convenient for users.

The MASTER bus stereo channel is the master stereo (left / right) output channel.
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In addition to its own EQ function, the MASTER channel also has an independent 31-band GEQ
graphic equalizer function. Click the GEQ button to enter the function interface as above.

Click ON to enable the graphic equalizer, click PRESET to save and import the graphic equalizer
presets, and click RESET to reset the graphic equalizer settings.

You can adjust the selected frequency parameter through the virtual fader or the main knob on the
screen, or you can click the four frequency band buttons of 20Hz ~100Hz, 125Hz ~ 630Hz, 800HZz
~4kHz, 5kHz ~ 20kHz on the equalizer on the equalizer in the figure to map the parameters of the
frequency band to the physical fader, and adjust the gain boost and attenuation of the corresponding
frequency band through the physical fader.
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DSP Function

When you click a channel on the screen or press the channel's SEL button, you will enter the editing
page of the channel. This page contains the most basic editing functions and DSP functions of the
channel.

Channel page

The Channel page contains an Input column, a Main column, and a Send to column.

The Input column can turn on / off the channel's phase-reversal / phantom power / stereo switch.
The phase-reversal switch deflects the phase of the channel signal by 180°; the phantom power
switch is exclusive to the Mic channel, which can provide power to the condenser microphones in
need; the stereo switch (LINK) can bind the adjacent odd / even channels together into one pair of
stereo channels.

The Main column contains the bus send button LR, the Mute Group button and the Pan value bar.
When the bus send button is lit, it means that the channel will send signals to the MASTER channel;
when the corresponding button is lit in the Mute Group, it means that the channel is grouped into
the corresponding mute group; the Pan value bar can adjust the left and right equalization of the
channel.

The Send to column displays sending how many signals to which channels. Adjusting the virtual
send fader can adjust the send volume. The button above the fader displays whether the send signal
is taken before the virtual send fader or after the virtual send fader. If the channel to be sent is a pair
of bound stereo channels, a corresponding Pan value bar will appear above the virtual send fader,
which is used to adjust the left and right equalization of the corresponding stereo channel.
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Gate page

The Noise Gate page displays the noise gate parameters of the channel. The noise threshold uses a
threshold to determine its "open" (over Threshold) or "closed" (below Threshold) status. When the
door is closed, the signal level is reduced or cut off completely. The threshold can be used to reduce
the ambient noise picked up by the microphone when the sound source (instrument/ vocal) is silent.
ON: Noise gate switch.

RESET: Reset to the default value.

PRESETS: Call up the standard preset management pop-up box, save / load the noise gate preset.
THRESHOLD: Adjust the threshold of the noise gate. You can drag the "T" ball on the motion
graphic.

RANGE: Adjust the attenuation value. This parameter determines the attenuation value of the
attenuated signal.

ATTACK: Adjust the noise gate transient. This parameter is the speed at which the noise gate
responds and reaches the attenuation value set by the RANGE parameter.

HOLD: Adjust the compression holding time of the noise gate.

RELEASE: Adjust the noise gate release time. This is the speed at which the noise gate returns to
the "non-fading" level when the signal level rises above a threshold level.
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EQ page

The EQ page displays the equalizer parameters of the channel. An equalizer
adjusts the amplitude of an audio signal at a specific frequency.

The EQ processing function of the input channel consists of a four-band parametric equalizer and
a high-pass filter (HPF).
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The EQ processing function of the input channel consists of a four-band parametric equalizer and a
high-pass filter (HPF).

ON: Equalizer switch.

RESET: Reset to the default value (that is, the equalizer "returns to zero", and the frequency and Q
value are reset to the default values).

PRESETS: Call up the standard preset management pop-up box, save / load the equalizer preset.
L/LM/HM/H Equalizer Band Ball: Draggable graphic "ball" controlled by equalizer band.
Drag the graphic element to control. Adjust the threshold up / down and adjust the frequency left/
right. Click the L/ LM /HM / H letter button below to enable or bypass the equalization function of
this band. The icon below the letter button shows the type of equalization currently used. Click the
button to select other types of equalization for this band of balance. The selectable types include
five types: high pass, low pass, high shelf, low shelf, and PEQ. .

HPF Sphere: A draggable graphic "sphere" controlled by high-pass filter. Drag the graphic element
to control. Adjust the cutoff frequency left / right.

LPF Sphere: A draggable graphic "sphere" controlled by low-pass filter. Drag the graphic element
to control. Adjust the cutoff frequency left / right.

Preview of band equalization parameters: The parameters of the four-band band equalizer will
be displayed in the lower part of the window in four blocks. Each block includes three knobs, an
equalizer type button on the upper left, and an equalizer segment number label on the upper right.
The middle knob is the Q value: the Q value is a parameter used to set the bandwidth of the equalizer
function. The lower the Q, the wider the frequency band. The knob on the left is the frequency
value: this value represents the center frequency of the band of equalization. The knob on the right
is the Gain value: This value represents the amount of enhancement or attenuation of the selected
equalizer band. The upper left corner uses icons to indicate the type of equalizer currently in use.
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Compressor page

The compressor page displays the compressor parameters of the channel. The compressor will
reduce the signal level over a certain threshold.

ON: Noise gate switch.

RESET: Reset to the default value.

PRESETS: Call up the standard preset management pop-up box to save / load the compressor
presets.

THRESHOLD: Adjust the threshold of the compressor. You can drag the "T" ball on the motion
graphic.

RATIO: Adjust the compression ratio. This parameter determines how much the compressor will
attenuate the signal after it exceeds the threshold.

ATTACK: Adjust the compressor transient. This parameter is the speed at which the compressor
responds and reaches the attenuation value set by the RATIO parameter.

HOLD: Adjust the compressor hold time.

RELEASE: Adjust the compressor release time. This is the speed at which the compressor returns
to the "non-attenuation" level when the signal level drops below the threshold level.
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MUTE and Mute Group

There is a MUTE button above each channel fader, which can mute the corresponding channel.

Each channel can be programmed into the corresponding mute group in the channel editing
interface - Channel page - Main column. When the mute group button on the bottom left of the
mixer is lit, the channels in the group are muted.

FX has a dedicated FX group mute button, and it cannot be programmed into other mute groups.
When you long press one of the mute group buttons (button 1, 2 or 3) at the bottom left, the mixer
will save the mute status at this time to the mute group corresponding to the button. For example:

when mute channels 4, 5, and 8, long press the mute group 2 button, then the channels 4, 5, and 8
will be directly programmed into mute group 2.
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